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Here are some ideas regarding parts in P.1100 and P.1110 that could benefit of modification:
1 – RLR measured with two ears.

I believe that P.1100 still states RLR measurement with one ear. We changed this in P.1110 to measure with two ears. 
I suggest that P.1100 should be updated with two ear measurements as in P.1110.
(Modify P.1100 section 11.3.1).
2 –RLR levels also as SPL.
RLR measures the loss between the electrical interface and the ears as everyone knows. 
It would however also be beneficial if there also was a corresponding Speech Level defined measured at the ears. This would make it this easier to use when setting requirements on the amplifiers and loud speakers in the car.
(Modify P.1100 section 11.3.1 and P.1110 section 11.3.1)

3 - Speech intelligibility measurements.
It would be beneficial to get more ways to measure speech intelligibility in combination with noise, both in sending direction and in receiving direction.
There exist several measurements to measure speech intelligibility such as STI (Speech Transmission Index), SII (Speech Intelligibility Index) and RASTI.
How are the possibilities to use such methods also for car Hands free?

4 – Remove HFRP calibration?
I have heard recommendations that the HFRP calibration value can be set to 0 for normal usage.
Also how shall the calibration be handled when the distance to the microphone differs a lot compared to 500 mm as in P.58?
The question is really to the group if HFRP calibration can be removed from P.1100 and P.1110?

5 – Convergence time for noise reduction.
There exists a requirement for background noise transmission after call setup (P.1100 section 11.12.2). But this requirement can sometimes be difficult to fully understand. 
It would therefore be beneficial to also add a requirement for the noise attenuation versus time, similar to initial convergence with background noise for the echo attenuation (P.1100 11.10.5).

6 – Call setup time.
I don’t think we have any requirements for the maximum allowed call setup time. That is the time from the call is established until the audio can be heard. 
A long delay would be very annoying since parts of the conversation will be lost. Test should be performed in both sending and receiving direction.
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